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Abstract

The ambiguity function (AF) is an essential time-frequency analysis tool to ana-
lyze the radar waveform properties in radar applications. It can be used effectively
and reliably to analyze properties like the peak-to-side-lobe ratio, time delay reso-
lution, Doppler resolution and tolerance characteristic. However, it fails to analyze
higher-order chirp waveforms and is unable to estimate their parameters. To solve
this problem, a generalized time-frequency transform-based generalized fractional AF
(GFAF) and generalized fractional Wigner—Ville distribution (GFW VD) are proposed.
GFAF is also a generalization of the Fourier transform-based ambiguity function and
the fractional Fourier transform-based ambiguity function. The uncertainty principle
for GFAF and GFWVD is derived. Examples are presented to demonstrate the effec-
tiveness of GFAF in analyzing cubic chirp waveforms and estimating parameters of
multicomponent cubic chirps. The superiority of GFAF is demonstrated by comparing
the mean square error to Cramer—Rao lower bound and high-order ambiguity function
under different input-signal-to-noise ratio conditions. The robustness is demonstrated
by comparing the signal-to-noise ratio gain to that of the time domain-matched fil-
tering and other ambiguity functions. Finally, fourth-order parameters of a real bat
echolocation signal are estimated.

Keywords Ambiguity function (AF) - Generalized time-frequency transform
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Wigner distribution function (GFWDF) - Time-frequency distribution (TFD) -
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1 Introduction

The ambiguity function (AF) is a crucial time-frequency analysis tool to estimate
signal parameters in radar applications. It can be used effectively and reliably to
analyze radar waveform properties like the peak-to-side-lobe ratio, time delay reso-
lution, Doppler resolution, and Doppler tolerance characteristic. In most of the radar,
sonar, and biomedical applications, a chirp signal is transmitted to hit a target, and
the reflected signal is received and estimated to know the characteristics of the radar
target. The reflected signals represent the characteristics of the target, and they are
higher-order chirps. Thus, there is a need to estimate the parameters of these received
signals [2,4,14,17,30,42].

Many transforms have been proposed to estimate parameters of higher-order
frequency-modulated signals based on computation complexity and parameter estima-
tion accuracy. Some linear transforms have been proposed to estimate the parameter
of higher-order chirps such as polynomial Fourier transform [14], local polynomial
Fourier transform [20], polynomial chirplet transform, generalized parametric time
frequency transform [50-52], generalized time-frequency transform [34-36], maxi-
mum likelihood estimator [5,13], quasi-maximum likelihood estimator (QML) [12],
and QML with reduced coarse search method [39]. All these higher-order linear trans-
forms give better parameter estimation accuracy, and they do not produce cross-terms
during multicomponent signal analysis. However, even though higher-order param-
eter estimation is possible, computational complexity increases drastically with the
increase in polynomial phase order.

Some nonlinear transforms have been proposed to reduce the computational com-
plexity to estimate the parameter of higher-order chirp signal such as cubic phase
function [13], linear canonical transform-based ambiguity function [7,48], linear
canonical transform-based Wigner Ville Distribution (WVD) [33,41], unified Wigner
ambiguity function [53,54], high-resolution time-frequency rate representation [56].
All these transforms are capable of estimating parameters with reduced computational
complexity as compared to higher-order linear transforms. However, they produce
cross-terms during multicomponent signal analysis. So, they are unable to give good
estimation accuracy in low signal-to-noise ratio (SNR) conditions. A new AF based on
LCT called generalized LCT (GLCT) has been developed and shown to have better per-
formances in terms of SNR [40]. Sparse fractional ambiguity function further reduces
the computational complexity of fractional Fourier transform-based ambiguity func-
tion [23]. Similarly segmented sparse discrete polynomial phase transform [22,24]
and sparse cubic phase function-based methods [25] have been proposed to detect
chirp parameters in low SNR conditions. However, all these transforms are capable
of estimating parameters up to third-order polynomial phase signal only. These trans-
forms [22-25], along with the results obtained in this paper could be used to provide
a basis for generalizing these results to higher-order frequency-modulated signals.

Some higher-order nonlinear transforms have been proposed to estimate higher-
order chirp parameters (phase order > 3) such as higher-order ambiguity function
(HAF) and polynomial WVD. These produce cross-terms during multicomponent
signal analysis due to the nonlinear nature of transform. Each correlation or phase
differentiation in HAF increases the SNR threshold by 6 dB and degrades parameter
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estimation accuracy. To reduce cross-terms during multicomponent signal analysis,
product higher-order ambiguity function (PHAF) and integrated generalized ambiguity
function (IGAF), HAF-CPF have been proposed [4,38]. These higher-order nonlinear
transforms are capable of estimating parameter up to some higher order in low SNR
condition due to the use of multiple correlations. IGAF is accurate in the analysis of
polynomial phase signals, but it is computationally intensive [40]. Furthermore, these
higher-order nonlinear transforms can estimate only the polynomial phase signal.

The generalized time-frequency transform (GTFT) has been shown to analyze any
higher-order polynomial chirp signals [34-36]. In this paper, the GTFT-based GFAF
and GFWVD is proposed to analyze a large variety of multicomponent frequency-
modulated signals with reduced computational complexity. GFAF follows the property
of index additivity of angle (similar to fractional Fourier transform (FrFT)-based AF).
Hence, GFAF is computationally efficient. GFAF can analyze a variety of signals
by appropriate selection of the parametric function in the GTFT kernel. Furthermore,
GFAF with the appropriately selected kernel can be used to analyze or estimate param-
eters of hybrid sinusoidal frequency-modulated polynomial phase signals. GFAF
estimates cubic chirp parameters with reduced computational complexity because of
a single correlation. GFAF is capable of analyzing radar waveform properties; hence,
it is useful in radar applications. GFAF provides better SNR threshold as compared
to high-order ambiguity function (HAF), and other multi-lag phase differentiation
transforms due to the use of a single correlation. A combination of correlation and
higher-order GTFT kernel in GFAF can be used to analyze any higher-order chirp
with reasonable computational complexity. The computational complexity of GFAF
is lesser than generalized CPF, maximum likelihood, and QML estimator for esti-
mating higher-order chirp parameters. These properties make GFAF superior to other
transforms.

Parameter estimation of complex systems such as hydraulic systems as in [26] is a
difficult problem. For estimating higher-order chirps with more parameters, specific
meta-heuristic algorithms like the ones proposed in [27] and [44] can be explored to
estimate parameters with reduced computation complexity. The parameter estimation
done in this paper uses a nested linear search. However, due to a smaller number of
parameters considered in cubic chirps, both types of algorithms are feasible.

Many real-world noise patterns such as radar clutter, radar jamming, and interfer-
ence, atmospheric noise are non-Gaussian in nature. Many systems produce incorrect
results in the presence of non-Gaussian noise [18,19,43,45]. Sigmoid-based fractional
Fourier transform, sigmoid-based fractional Fourier ambiguity function, and sigmoid-
based fractional Fourier Wigner—Ville distribution have been proposed to overcome
the effect of impulse noise in parameter estimation of chirp signal. These sigmoid-
based transforms do not require any prior knowledge of impulse noise [18,19]. Similar
to sigmoid-based fractional Fourier-based ambiguity function and sigmoid-based
fractional Fourier transform, a sigmoid-based GFAF and sigmoid-based GFWVD
approach are proposed to reduce the effect of impulse noise on parameter estimation
of higher-order chirps.

The remaining part of the paper is organized in the following manner. In Sect. 2,
FrFT and GTFT are explained briefly along with some useful formulae. In Sect. 3,
GFAF, GFWVD, and their properties are proposed. Section 4 presents the derivations

Birkhauser



Circuits, Systems, and Signal Processing

of the uncertainty principle for the GFAF and GFWVD. Section 5 presents the analysis
of a multicomponent cubic chirp waveform and its parameter estimation using GFAF,
along with its cross-term error analysis. In Sect. 6, the mathematical derivation and
simulation results of multicomponent cubic chirps for SNR gain, mean square error
(MSE), its comparison with other transforms are presented, and error propagation
analysis has been performed. In Sect. 7, phase parameters of real multicomponent bat
signal till fourth order of phase are estimated, and it is compared with the estimated
parameter of FrFT-based AF. In Sect. 8, sigmoid GFAF and sigmoid GWVD are
proposed for estimating higher-order chirp parameter in the presence of non-Gaussian
noise. Finally, conclusions are drawn and future work is outlined.

2 Preliminaries
2.1 Different Time-Frequency Transforms
2.1.1 Fractional Fourier Transform

The fractional Fourier transform (FrFT) is a generalization of the Fourier transform
(FT). It depends on the parameter o, which can be interpreted as an angle of rotation in
the time-frequency (TF) plane [1,6,29,37,47,49]. The FrFT of a signal x (¢) is defined

as
+00

Xo(f) = /X(t)~Ka(t,f)dt, ey

—00

where the kernel K, (¢, f) of FrFT is given by [15]

(/1 —icota) - exp(imgf%ota + infoztzcotoz

Ky(t, f) = —i2m ftcoseca), if o is not a multiple of 7
3(fot =101, if & is a multiple of 27
3(fot +1to0f), if @ + 7 is a multiple of 27

where t(, fo are dimensional normalization factors, tg = %, fo2 = TL, tg f02 =1,

. . . . Js max )
Tmax is the window length during FrFT and f; is the sampling frequency. The unit of
to is second and fy is Hz.

It should be noted that at « = %, K, becomes the kernel of the Fourier transform,
and hence, the FrFT of the signal becomes the Fourier transform of the signal. The
FrFT is a linear transform, so it does not produce cross-terms during multicomponent
signal analysis.

2.1.2 Generalized Time-Frequency Transform

If a signal x(7) has a finite absolute sum (finite L' norm), then its generalized time-
frequency transform (GTFT) evaluated at parameters (o, A) is given by
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+0oo

Xar(f) = / x(1) - Kan (6, f)di, %)

—00

where K 3 (¢, f) is the kernel of GTFT and it is defined as [34-36]

—i2m ftcoseca +i - h(h, tof) —i-h(A, f()t)) if o is not a multiple of 7

3(fot —t0.f), if & is a multiple of 27

/1 —icota - exp znto fzcota +in fj 212 cotar
Ko, f) =
S(for +10f), if @ + 7 is a multiple of 27

where h(-) is a real-valued dimensionless function, o, A are the real-valued GTFT
parameters and fy, fo are dimensional normalization factors, tg = Tm“ fO =

dex
tg f02 = 1, Thax is the window length during GTFT and f; is the samphng frequency.
The unit of #( is second and unit of fj is Hz.

One speciality of the GTFT kernel is that it follows the property of index additivity
of angle [36], i.e.,

e e]

/ Kay (02 F) Ky (f+ 00Af = K gy (0. 10). 3)

—00
The inverse GTFT is defined as [35]

o0

x(0) = / Xus(f) - K2t )T, 4

—00

The GTFT can be used to analyze a much wider variety of frequency-modulated
signals by varying %(-) in the GTFT kernel. Cubic-kernel-GTFT (ck-GTFT) is defined
by substituting the parametric function A(-) as

h(h, 7) = TAz. (5)

Itis to be noted that ck-GTFT is similar to the third-order polynomial Fourier transform
(PFT) [14], with the added advantage of possessing the property of index additivity
of angle.
Sinusoidal-kernel-GTFT is defined by substituting a multiparametric function 4(-)
as
h(A,¢,A,2) = Asin(mrz + @), (6)

where A, ¢, and X\ are the variable parameters, which can be tuned to match the
kernel with signal for estimating parameters. This can be a useful transform to analyze
certain micro-Doppler effects in radar for the classification of rotating and vibrating
targets [8,9].
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2.2 Ambiguity Function and Its Variants

— Ambiguity function
For a given signal x (¢), the classical AF is defined as

o0

A (1, ) = / x (r + %) x* (r - %) el ds. )

—00
If X (w) is the FT of x(#), then the AF is also defined as

Ax(v, 7) = 7}( (a) + %) X* (a) - %) T dw. 8)

—00

— Wigner-Ville distribution
For a given signal x (¢), the Wigner—Ville distribution (WVD) is defined as

o0

We(t, ) = / x (t n %) x* (r - %) e 9T . 9)

—0o0

— Relation between AF and WVD
The WVD can be expressed in terms of AF as

] oo o0
Welt, 0) = / f Ay(T, v)e 1@ gydr, (10

—00 —0O0

— Fractional Fourier transform or linear canonical transform-based ambiguity
function
Fractional Fourier transform or linear canonical transform (LCT)-based ambiguity
function AF;‘ (7, f), of signal x(¢) is defined as [7,10,31,48]

AFAG, f) = ]Ox (1+3) > (1= 3) Katr. prar. (11)

Similarly, the WVD based on LCT WVD;‘ (t, f) of signal x(¢) is defined as [33]

WVDA(, f) = fx (r + %) X" (r — %) Ko (1, f)dr, (12)
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where K (¢, f) is FrFT kernel and it is a special case of LCT kernel. LCT kernel
is defined as follows:

Ka(t, ) = exp<i2d—bf2—iﬁ+iit2>.

1
Ni2mh
2.3 Useful Formulae

2.3.1 Gaussian Integral

+00
e~ APE2BIHC 4, _ Ze%ZJrC’ (13)
A
—0o0

where A, B,C € C, A #0, and Re(A) > 0 [47].

2.3.2 Principle of Stationary Phase

The principle of stationary phase (PSP) is used to obtain an approximate closed-form
expression for the integral of a function whose amplitude A(¢) varies very slowly
in comparison to the phase ¢ (¢). Over the interval where the phase varies rapidly
compared to amplitude, the contribution to the integral is negligible because positive
and negative parts of the phase cancel each other. Hence, the nonzero contribution
comes mainly from the stationary phase point ‘7’ [42] which implies

+00

. 27‘[ . i
A@t) - . dr ~ - At)e! ™) e d (14)
/ @" (to)

—00

where ¢ (1) is second derivative of the phase function ¢ (r) and ‘#y’ is the point where
derivative of the phase function becomes equal to 0 (¢’ (f9) = 0). At this point, phase
of the signal ¢ (¢) is considered to be ‘stationary.” If 7o, 1 ..., are the solutions of
¢’ (t) = 0, then the integral can be approximated as

+o0 n >
/A(t)-e"‘l““)-dmz MA@ T (15)
k=0

¢" (1)

—00

This stationary phase approximation is accurate for high time-bandwidth prod-
ucts [11]. If ag is the coefficient of ¢ in the phase function ¢ (¢), then PSP is valid
for |ag| >> 0.
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3 Proposed Definitions

3.1 Generalized Fractional Ambiguity Function and Generalized Fractional
Wigner-Ville Distribution

All the above-stated algorithms can only estimate parameters of the chirp signals
by compromising in computation complexity or parameter estimation accuracy and
capable of analyzing only polynomial phase signals. However, in the synthetic aperture
radar system during imaging of moving targets, ground-based radar, and sonar system,
the reflected waveforms are required to be modeled as chirp signals with higher-order
polynomial phase [2,4,14,17,30,42]. Therefore, a new kind of AF associated with
GTFT called generalized fractional ambiguity function (GFAF) has been introduced.
For a given signal x(r) with finite L? norm:

— The proposed GFAF associated with GTFT is defined as

o0

AFS, (T )= / xX(t 4 T/2)x*(t — T/2) Ko (1, f)dt.  (16)

—00

— The proposed generalized fractional Wigner—Ville distribution (GFW VD) associ-
ated with GTFT is defined as

]

WDFS, . (t, f) = / xX(t 4 T/2)x*(t — 1/2) Ko (1, f)dr.  (17)

—00

Here K, (t, f) is the kernel of GTFT. Cubic-kernel-GFAF (ck-GFAF) is defined
as cubic-kernel-GTFT (ck-GTFT)-based ambiguity function. Similarly, cubic-kernel-
GFWVD (ck-GFWVD) is defined as ck-GTFT-based WVD.

For two given signals x(¢) and y(¢) with finite L norm:

— The proposed cross GFAF associated with GTFT is defined as

e o]

AFG 0w (@ ) = f X(t 4 1/2)y (t — T/ Ke(t, f)dt.  (18)

—0oQ0
— The proposed cross GFWVD associated with GTFT is defined as

o0

WDFSy 0t ) = [ 36+ 2/25" 0 = t/DKastr a9

—00

GFAF can perform waveform analysis and parameter estimation of a variety of sig-
nals (polynomial, sinusoidal frequency modulated, etc.) by appropriate selection of the
parametric function 4 (-) in the GTFT kernel. For example, GFAF can use polynomial
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phase GTFT kernel to analyze multicomponent polynomial phase signals. Cubic-
kernel-GFAF (ck-GFAF) may be defined by using cubic-kernel GTFT to analyze
multicomponent cubic frequency-modulated signals. On the other hand, GFAF can use
sinusoidal-kernel GTFT to analyze multicomponent sinusoidal frequency-modulated
phase signals. Furthermore, GFAF with the appropriately selected kernel can be used to
analyze or estimate parameters of hybrid sinusoidal frequency-modulated polynomial
phase signals. Similarly, parametric function 4 (-) of GTFT kernel can be appropriately
selected for analyzing other types of signals.

3.2 Relation Between GFAF and GFWVD

From the definition of the GFAF and inverse transform property of GTFT, we have

o]

x(t+T/)x*(t —1/2) = / AFSG, o (t NKE,(t, . (20)

—00

Hence, from the definition of GFWVD, we get
o0
WDFS, ;. 1) = / / AFS ) o0 (T DKG, (1, Ko (r, fdTdf,  (21)
—00

where Ky  is the GTFT kernel.

3.3 Properties of Generalized Fractional Ambiguity Function
3.3.1 Relation with Other Ambiguity Functions
— If h(-) = 0, then the GTFT kernel reduces to the fractional Fourier transform
kernel, and therefore, the GFAF reduces to FrFT-based AF, and it is not linear.

— If « = 90°, h(-) = 0, then the GTFT kernel reduces to the Fourier transform
kernel, and therefore, the GFAF reduces to classical AF, and it is not linear.

3.3.2 Inverse and Uniqueness Property of GFAF

If x(¢) has finite and nonzero L? norm, then there exists an a such that x(a) # 0.

Additionally if the AFXG(t) o (T, f) has finite L' norm, we can define the unique

inverse for GFAF as follows

1 o0
0= / AFS ) o (t —a, PKS,((t +a)/2, f)df. (22)

Birkhauser



Circuits, Systems, and Signal Processing

Proof We know that

o]

x(t /D —1/2) = / AFC,) (5 Kt A (23)

—0o0
Let 7/2 =t — a, then Eq. (23) can be written as

o]

x(2t — a)x*(a) = / AFS,) 0, Q0 —a), HK, @ fHdf. (24)

—0o0
Now, substitute ¢t = ”FT“, thus we get

1 o0
0= / ARG, ot —a, KL, <I+T“ f) df. (25)

—00

Hence from Eq. (25), it is easy to see that for any nonzero x(a), the inverse is unique
for particular x(z).

Also noteworthy is the case for a = 0, the form we obtain for the inverse in this
case is

1 o0
50 = o [ AP DKL /2 P0F. 6)

3.3.3 Nonlinearity and Cross-terms

If multicomponent signal z(¢) is the sum of two monocomponent signals x(#) and
y(1), respectively (z(¢) = x(¢) + y(¢)), then GFAF of z(¢) can be expressed as:

G G G
AFZ(;)QQ)A(Ta = AFx(t)’a’)L(Ta )+ AFy(f)’o(,)\_(Tv )
G G
+ AFx(t),y(t),a,)»(t’ )+ AFy(t),x(t),a,A(rv ). 27

Here, as GFAF is anonlinear transform, we can see that it produced cross-terms such as
AF)?(I),y(z),a,A(T’ f) and AFy(*;(t),x(t),ot,A(T’ f) during multicomponent signal analysis.
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3.3.4 Total Energy Bound

Suppose that x(¢) has finite and nonzero L? norm, then we have
o0
|AFS,) 4. (T, £)] < |v/coseca| / lx(t)|%dr. (28)
—0o0

So, the maximum value of GFAF is bounded by energy or L? norm of signal and frac-
tional Fourier angle. This property can be proved using the Cauchy Schwarz inequality.

3.3.5 Total Energy Invariant Property

If « = 90° and A = 0, then GFAF gives the energy of signal x(¢) at origin, i.e.,

o0
AF ) o2, 0.0) = / lx (1) |*dt. (29)
—0o0

3.3.6 Finite Time Delay Support Property

If x(¢) is zero for all t ¢ [t1, 1], then AFf(t) ws (T, f)iszeroforall T > 1 — 1.

3.3.7 Symmetry and Conjugation Properties

The following properties can be proved:

Symmetry properties:
*

— AFS, (- )= [AFS, (@ )] L ifhGy, ) s an odd function of 4.

— AFG, (=T =) = | AF

x(t),—«

*
@ —f)] Jif h(A, -) is an odd function of A.

Conjugation Properties:

G G
~ AFCG ), (r. f) =] AF

*
x(t),fa,fk(‘[’ f)] ,if (A, -) is an odd function of A.

AFfm’a’/\ (r,—f), ifh(A,-)is an even function of ¢, f.

G
- AFx(—z),a,x(Tv = AF)?([)’%?A(I, —f), if h(., - 1is an odd function of ¢, f
and A.
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[AFf(t)ﬁaﬁk(r, —f)]* , if (-, -) is an even function of ¢
G and f and an odd function of A.
- AFx*(*t),a,)L(T’ nH= G * . . .
I:AFx(t),fa,k(t’ —f)] , if h(-,-) is an odd function of ¢,
f and A.
In particular, these properties are useful for ck-GFAF because for ck-GFAF, the GTFT
kernel is an odd function of A.

3.3.8 Time Delay Property

If ck-GFAF of x () is AFf(t) P ,.(t, f), then ck-GFAF of time delayed signal x;(7) =

x(t — tg) is given by
AFSI O @ 1) =Colf a7 10) ~AF§}(1),B,A (v. 1), (30)

where

fcoseca — foztdcoto( + %)L f()3 t§ and

cotf = cota — 3rfoty, f/ =

cosecf
1 —icot
Co(f,a, A, tg) = ﬁ - exp (irr [—)»tgf’3 — 13 f"cotB + 13 fcota

+ f@tcota — 2 frgcoseca — A f3t3 + Mgf3]) .

If » = 0, then we can get a relationship equivalent to the time delay property of
FrFT-based ambiguity function

AFS ot [) = AFY, (. f — fitacosa) (31)
exp (irr [ J13cosa sina — 2ftdsina]) . (32)

where AF, () o is the ambiguity function in FrFT domain. Thus, a delay in time
translates to the ambiguity function with a changed frequency.

3.3.9 Frequency Delay Property

If GFAF of x(¢) is AFS([) .. (T> f), then GFAF of the frequency-modulated signal

x1(t) = x(t)e!®d! is given by
AFY ) an (T ) = “TAFY, . (T, /). (33)
If A = 0in Eq. (33), then we will get a relationship similar to that of a FrFT-based AF.
AFS ) im0t ) = APy (T, )T,
where AF, ;) o is the ambiguity function in FrFT domain.
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3.3.10 Time Scaling Property

If ck-GFAF of x(¢) is AFf(t)’ﬂ’A(r, f), then ck-GFAF of x;(t) = /ax(at) is given
by

f/
AFxGl(t)ﬁa’)\(rv f) = Co(fv a, A, Cl) . AFXG(Z‘),/S,)L (d‘[, ; , (34)

cotot f fcoseca
cosecfl ’

Colf. . ) V1 —icota exo i [V 05 f3 | o (cosech\? 1
Sy, A ) = —F/——— - l a —
0 JT—=icotp P a3 coseca

N\ 2 2
+<£> [az (M) 'Com_cow}))’
a coseca

If A = 0 in Eq. (34), then we get a relationship like that of a FrFT-based ambiguity
Function

G _ Vl—icote o f.(10f"\"| 2 (cosech B
AFxl(t),a,)\zo(fv = [—icolp exp (”T ( P a coseca cota — cotp

f/
AFx(l),ﬂ (at, =)

where AF, () g(z, f') is fractional Fourier transform-based ambiguity function at
angle B of signal x(¢).

where cotf = , Y1 = a% and

3.3.11 Generalized Fractional Ambiguity Function in Terms of GTFT of Signal x (t)

If ck-GFAF of x(¢) is AFx(t) o , (T, f), then ck-GFAF in terms of GTFT is given by

1
AFg, (T, /)= —F——= | Xaa(SDX5(f)K} (T, 1)
QL T —icot * A oA
ﬂ*OC
Ko (t/2, f) - ™00 %P a . (35)
3.2
where %fo)‘r = —cotB and f' = co;elcﬁ f° cota — ficoseca + fcoseco — 9U§)T i|,
and Xg(f") is the FrFT ofx(t) at angle .
If A = 0 then 8 = 75 so the GFAF becomes the ambiguity function in fractional
Fourier domain.
o
G * f02.[
AFX([)’Q,A:O(L )= Xa,xzo(fl)X% —Tcota + ficoseca — fcoseca
—00

Ky 5—0(t, f1) - Kas=0(t/2, f)d f1.
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3.3.12 Relationship of Generalized Fractional Ambiguity Function with STFrFT

If ck-GFAF of x(¢) is AFg(t)’a’ ,(t, f), then ck-GFAF is related to short time FrFT is
given by
AFY,) 00 (@ 1) = Colt, froa 1) - X§(x, f1),

where X g (z, f') is STFrFT at angle 8 with window function

A f372 2rcot
g(t) =x() -exp(in)\f(?ﬁ), f = - | fcoseca — %o + %o ¢ and
cosecf 8 2
/1 —icot 2 f2cot
Co(t, froa, A) = % - exp (i]-[ |:‘Cf(j% + tgfzcotot + frcoseca
—1i
7 3.3
NFrEE fTD |

If » = 0, then we get the relation of fractional Fourier-based AF with short time
Fourier transform (STFT).

T fozcotoz

AFXG(I)’O(’A':O(I’ f) = C] (T9 fa (X) N Xé{; (T’ 2

+ fcosecoz) ,

2
where X4 (r, —tfo%ta + f cosecoe) is STFT at angle /2 with window function
2

g1(t, ) = x(t) - exp (—imzfozcota> ,

-3 2 £2 t

Ci(t, f,ax) =1 —icota - exp (in [% + tgfzcota + frcoseca]) .
3.3.13 Moyal Property

o [e¢) 2

G G * x
// AFx(t),a,k(T’ - [AFy([),a’)L(T, f)] drdf = / x(u)y” (u)du (36)
—00 oo
=l<x-y>], 37)

where < x - y > is the standard inner product of the functions x(-) and y(-). GFAF
follows total energy property and total energy of GFAF is equal to total energy of
signal. Thus, the inner product of the two AFs can be found conveniently by using the
value of inner product of the signals.
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3.3.14 Multiplication Property

If signals x(¢) and y(#) have respective ck-GFAFs AF¢ (7, f1) and AF¢

x(t),a,) y(t),00,h
(t, f1), then a signal z(¢) = x(¢) - y(¢) has an ck-GFAF AFZG(;),a,A (z, f) given by

oo
AF?(:),a,A(fv f) = |cosecq| / AFy(1),a,.(1, f1).AFy(t)’%(t, (f — fi)cosecw)

—00

. exp (irr [tgcota( 2= (P - fﬁ)]) dfi. (38)

o
where AFy) 2 (T, (f — ficoseca) = [ y(t + Y — %)e’ﬂ”’cosec"‘(f’fl)dt,
—00

is Fourier transform-based ambiguity function. Thus, the ambiguity function of the
multiplication of two signals, such as z(#) can be computed in a convenient way by
using the ambiguity functions of x(¢) and y(¢).

If A =0and o = 90°, Eq. (38) reduces to FFT-based ambiguity function

AF)) qez mo(T- ) = AFy(),2(7. f) %5 AFy,2.(T, f), (39)

where * ¢ is convolution over f.

3.3.15 Time Marginal Property

The time marginal property of the GFAF can be expressed by

AFS ) 10, f) = / () Ko (1, f)dr. (40)

3.3.16 Frequency Marginality Property

The frequency marginal property of the GFAF can be expressed by

e¢]

ARGy (000 = [ X4/ = 1/D K1, 0. (1)

—00
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3.3.17 Cubic Phase Shift Property

The cubic kernel cross-generalized fractional ambiguity function of x(#) and y(7) is
AF)(C;(I),y(t),oz ,(z, f), and it is defined as follows:

o]

G TN T
AR y.an(™ )= [ x (t + 5) y (t — 5) Ko (t, f)dr.
—00
If y(r) = x(t) - exp (in[a3t3 + aztz + alt]), then assuming a3 = _f()3)‘ and 3a23r +
ar = fyeote, AFY) ), (z, f) is given by
G a; 3t%az wt

AFX(I),y(l‘),ol,)L(t’ f) = CO(T9 f9 o, )") 'AFX(I)’% T, fcoseca + 7+ 8 _T i

(42)

where AFx(,),%(r, f) is the Fourier transform-based ambiguity function and

co(z, f,a, L) =+/1—icota-exp (in [%ﬁ} - % + 4+ A f3 + tgfzcot(xD.

3.3.18 Property of Index Additivity of Angle for GFAF

Since GFAF follows the property of index additivity of angle, it is computationally
efficient, i.e.,

+oo
AFf(t),aJrﬂ,/\(T’ u) = / AFS(;),a,/\(Tv EKpa(f,u)df. (43)

—00

3.3.19 Computational Complexity of Digital GFAF

GFAF is the GTFT of the autocorrelation of a signal. The computational require-
ment of the GTFT for an N length quadratic chirp signal is O(N log, N). With
the correlation of the signal added, the digital computational complexity of GFAF
becomes O (N? log, N) [5,12,16,40]. Comparison of the computational complexity
of different higher-order transform are shown in Table 1. As shown in Table 1, the
computational complexity of GFAF is lesser than generalized cubic phase function
(GCPF), maximum likelihood (ML), and QML estimator for estimating higher-order
chirp parameters.
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Table 1 Comparison of computational complexity of different higher-order transform

Higher-order ~ GFAF ML HAF GCPF  Hybrid QML
transform CPF-HAF
Computational O(N2logy N)  O(NF*Thy  0o(PNlog, N)  ON3)  oW?) O(N?3)
complexity

4 Uncertainty Principle for GFAF

Consider a unit energy signal x(¢) and its GTFT as X4, (-). Let Tymean be mean time
and fpean be mean frequency of x(z).

/ x()Pd = 1 and / Xan(HPAf = 1,

/ 7|x(1)|*dT = Tinean and / FIXa s (HPAf = finean-

Now, consider time variance of GFAF is o, given by:

o]

o2 = / (7 = Tmean)2IAFS,, (¢, f)2drd],

= /w(f - Tmean)2 /oo /oo x(t+1/2)x*(t —7/2)

X5+ 1/2)x(t —1/2). [/ Ko (t, ) Ko (t', f)df] drdr'dr,

—00

- f / (T = Tmean) 2|t + /D) Pl — ©/2)Pdedr. (44)

Putz +t/2 =m,and t — t/2 = n. If x(¢) is real and zero mean, then Tyean = 0.
Hence, the time-variance is given by:

O s =/ (m — n)*|x(m)|?|x (n)|>*dmdn = 2 / m?|x(m)|*dm.  (45)
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Now consider frequency variance of GFAF is ofzc AR

o0
o2 = / f (f = e YIAFS. 0o, (2 DPPdTd f
—0o0

- / (f — fonean)? / KXo+ /X5, e /2) / X5, '+ 1/2)

Xos ' — f/2). UOO Ko (t, T) Ko (i, r)dri| dudu'd f

—00

_ / / (f — fonean)* 1 Xas (t + £/ Xanu — £/2)Pdudf. (46)

Putu+ f/2 =w,and u — f/2 = v, If x(¢) is real and zero mean, then fpean = O.
Hence, the frequency-variance is given

oo oo
O finr = f / (W = 0)*|Xa . (W) | Xa,i.(v) Pdwdv = 2 / w? X (w)Pdw.
—00 —00

(47)

From Egs. (45) and (47), square of time bandwidth product (TBP) can be written as:

o0 o0
2 2 _ 2 2 2 2 A A2 2
Ot s Ofrar =4 [ m*|x(m)|“dm / W Xga(w)|"dw =4 Ot crrr Oferrr
-0 —00

where atz is time variance and 0f2 is frequency variance of GFAF, and their
GTFT GTFT
product is always greater than or equal to sin” «/4 [36], i.e.,

2
sin” o
2 2 oy,

Otgrar * Ctorar =

.. Otgrar * Ofgrar = | SID Q] (48)

Similarly, we can also derive the uncertainty principle or TBP for generalized fractional
Wigner—Ville distribution:

- | sin « | 49
Otgrwvp * Ofcrwvp = 4 (49)

2 . . . 2 . .
where oy is time variance and O ewvn 1S frequency variance of GFWVD.
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5 Pulsed Cubic Chirp Waveform Analysis Using ck-GFAF

5.1 Mathematical Derivation of Pulsed Cubic Chirp Waveform Analysis Using
ck-GFAF

5.1.1 Unmatched Case

Consider a signal

t
x(t) = A - rect (;) - exp [in (alt +art? + a3t3 + a4t4)] , (50)

where
t 1, -L<i<T
rect [ — | = 2-"=2
T 0, otherwise.

Then its instantaneous correlation becomes

x(t +1/2)x*(t — 1/2) = |A|* - rect ( ! )
T —|7|

. 3 2 3 a3 v
-exp |im (4astt’ + 3a3tt” + Qaxt + ast )t—i—a]r—l-T .

Consider the ck-GTFT kernel given by Eq. (5) with h(A, o f) = imA(to f )3 and
h(x, for) = imA(for)? to be

Ky, (t, f) =+1—i.cota - exp [in (tgfzcota + foztzcota — 2 ftcoseca
+(t0./)* = 2(fon)? ) ] (51)

Then, by the applying the PSP approximation, GFAF of the signal x (#) becomes

|A|2cosecar

AFfip.aa(s: )| > .\ ;
\/(31131 + /5 cota) -6 (4a4r — fg)») (azr + % — fcosecoz)

: t : r
- e/920 . rect ! +ie 1920 . rect 2
T — || T — ||

s

where

—a’ Ja? —6cf

Ho= +
1.2 3¢’ 3¢’
——
o0 Bo
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¢ =7 [C/(,BS + 3Boag) + 2d'aofo + 2f/,30] ;

) //2_6//
a ﬂo:—a Cf,C/=4Cl4T_f(§’A.

o) = ——»
3¢’ 3¢’

/ 2 Y a4f3
a’ =3a3t + fycota, f'=axt + - fcoseca. (52)

5.1.2 Cubic Phase-Matched Case

Ifdaqt = fg’k and 3azt # —fozcota, then

x(t) wr (T ) = =|A]>V/1 —icota f rect( ) - exp [in ((3a31—i—fozcota)t2

+ Qazt + aytd — 2 fcoseca)t + t02f200t0t

3
+x(tof)3+a1r+%)] dr.

Let Co(z, f,a) = 2ar7 + astd — 2 fcoseca and Ci(t, o) = 3a3t + fozcota, then
we get:

o0
1
‘AFS(Z)’O{’A(t, f)‘=|A|2 coseca /rect(T_m) - exp [in (Cltz—i-Cot)] de
9]

Applying PSP approximation,

G 1.2 |coseca T —|7| Co T — ||
‘AFx(t),a,)\(r’ f)‘ ~ |A] c, - 5 < _2_C1 < > (53)

5.1.3 Cubic and Quadratic Phase-Matched Case

Ifdaqt = fo3k, 3azt = —fozcota and 2a>T + a47> # 2 fcoseca, then

x(,) o 5 (T, f)_|A|2v1 —icota f rect( )exp[in(tgfzcota+k(t0f)3

T—|7|
3
+ Qaxt + asts — 2 fcoseca)t +ayt + %)}dl.

T— ITI

‘AFW) a (T, f)‘ = |A]| «/coseca/ explin 2axt + ast — 2 fcoseca)t]dz.

*\f\

exp [ano<2T—|r|>] —exp [_ince(zr—m)]

‘AFE}(:),@,A(T’ f)‘ = |A|*/coseca -

k]

irCo

) Birkhduser



Circuits, Systems, and Signal Processing

where Co(t, f, @) = 2a>7 + ast — 2 fcoseca.

| mCo(T—|z])
sin [T]

G 2
ARG (7 )] = 214 P Veoseea - ————. (54)
sin [n(2a2r+a4t3—2fcosecoz)(T—|r\)]
2
AF¢ T, ‘=2A2 coseca -
‘ <. (T ) Al ¢ 7(2arT 4 a4t3 — 2 fcoseca)
—-T<t<T. (55)
From Eq. (55), the zero-Doppler response can be given by
sin [ﬂ<2a2r+a42r3><r—\r|>]
AFY 7,0 = 2|A|%/coseca - , -T<t<T.
x(t),oc,)»( ) |A] o 7Qart + a4.[3) - =
(56)

With the zero-range and zero-Doppler responses, we can find range and Doppler
resolutions as follows:
From Eq. (56), the first zero occurs when

2

T=le|+—" .
7l 2arT + ayT3

(57)

Hence, range resolution AR = cty/2, where 1y is the smallest positive root of Eq. (57)
and ‘¢’ is the velocity of light.
From Eq. (55), the zero-delay response is given by

in [T
(0, )| = 14P Veosec . Sz TS coseca] (58)
7 fcoseca

AF¢

x(),a,

5.1.4 Waveform Analysis Using Different GFAFs
Multicomponent chirp signal x () = x{(¢) 4+ x2(¢) is considered, where

xi(r) = efml@rta®tas®+aur®) 5 4 9 (in seconds) (59)

xo (1) = e (Lr4bar?+bst’+bur®) 5 4 9 (i seconds) (60)

are two fourth-order chirp signals.

Simulations have been done to analyze multicomponent cubic chirp signals, and
the respective AF plots are obtained by focusing at each individual component and
also focusing at both the components. The parameters used for the above simulation
area; = 4,ap = 4,a3 = 4,a4 = 4, A\, = 18.7880 and o, = 0.8087 for the first
component and by = 20, b, = 15, b3 = 10, ba = 5, A, = 20 and o, = —1 for
the second component. Here, o, A, and «p, Ap are the matched ck-GTFT kernel
parameters for first and second components, respectively. We consider f; = 200 Hz
as the sampling frequency. At the matched condition, the GFAF should produce an
impulse, which can be seen in Figs. 1 and 2.
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Fig.1 The cubic kernel GTFT-based GFAF plot for multicomponent cubic chirp signal focused at individual
components

X-10 X7
Y1 Y 1475
1 Z1 70.9426
® .

08

06

04

0.2

Normalized Amplitude--->

Shift-—-> -4 -100 Frequency-—>

Fig.2 The cubic kernel GTFT-based GFAF plot for multicomponent cubic chirp signal

5.2 Extraction of Fourth-Order Chirp Parameters Using ck-GFAF

5.2.1 Proposed Method

Consider a signal x (1) = Ag - exp (i [a1t + axt* + a3t® + ast*]). Now its instanta-
neous correlation is

x(O)x*(t—t)=|Ag |2-exp (in [4a4rt3 +@Baszt —6(1412)t2 + (2azt —3a3 2 +a4f3)t]> .
Now considering ck-GTFT, the kernel then becomes

Ko, f) = (V1 —icota) ~exp(im§fzcota + inf02t2cota — 1 -2m ftcoseca
A £ — inkf03t3>. 61)
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Now, if the GFAF has to show an impulse in the delay-Doppler domain, two conditions
have to be satisfied so that the cubic and quadratic phase coefficients will be matched
to the cubic and quadratic phase coefficients of GTFT kernel.

dasT = f3x. (62)
3a3T — 6ast> = — ficota, (63)

The location on frequency axis of the impulse is given by the following equation
2ayT — 3a3t2 + 4a4t3 = 2 fcoseca. (64)

The method used for estimating the parameters of a single as well as multicomponent
chirp signal is as follows:

1. Tterate t over the range (—Tmax, Imax), Where Tmax is the length of the signal.
Initially, rough estimation of chirp parameters can be obtained for reducing the
search range of parameters using STFT estimation. STFT cannot provide excellent
parameter estimation due to the dispersive nature of cubic chirp in the Fourier
domain. Fine parameter search for the entire range of t is done, as explained in
further steps.

(a) For each t in the range, we obtain a range for « and A using Eqs. (62-64).
Perform fine search for @ € (omin, ¥max)> » € (Amin» Amax), and find optimum
Qopt and optimum ):Opt which gives the maximum peak amplitude of GFAF,
per value of 7.

(b) Estimate parameters a3, a$* and a$™ using optimum &p and optimum iopt.

(c) Multiply the signal with e =7 (@ *+@“ ' +@&“1) \which reduces the signal to
be of the form e/™(@11+¢") where err is the error in conjugate multiplication
as a result of errors in estimating a4, az and a.

(d) Find the maximum amplitude (say A;) of the Fourier transform of the resultant
signal.

2. Repeat step 1 (a-d) for all 7.

3. Now, take the t value which gives the maximum of all A; values as Topt and the

corresponding @opt, Aopt aS Api> Agpt-

est est est est

4. Finally, the chirp parameters ag™, a$™,a5*" and a$™ are estimated using gy, Ao,

opt> “opt -
5.2.2 Cross-terms Analysis for Multicomponent Chirps
Suppose we have a multicomponent signal x () given by
x(1) = x1(1) + x2(2), (65)
where x1(#) and x;(¢) are single component cubic chirp signals:
x1(t) = Agexp(im(art + art® + a3t + ast*)),

x2(t) = Aoexp(im (bt + bat? + b3t + byr*)). (66)
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Then the correlation is given by

x(Ox*(t —1)=x1(O)x](¢ — 1) + x2(O)x5 (¢ — T)+x1(D)x5 (@ — ) +x2(0)x]( — 7).

autoterms Cross-terms

We have the ambiguity functions for the auto-terms given as follows:

o0
AF (4 o) (T, f) = / |Ag|? - explin (4astt® + (3azt — 6ast>)1?
N ——

auto—term1 -
+ Qart —3a3t + as7)0)] - Ko (t, f)dt,
o
AF (4 (T, f) = / |Ag|? - explin (4bstt® + (3b3T — 6bsT?)1?
—————
auto—term?2 -

+ (2byt — 3b37% + byt )0)] - Ko i (1, f)dr.
The matched condition for auto-term 1 is given by:

3
dagt = f )‘opt] >

3a3t — 6ast* = — f§cotetopy, (67)

where aopt, and Aopt, are optimum o and optimum A corresponding to first auto-term.
The location of the impulse for auto-term 1 in GFAF domain is given by:

fpeak, = [2a27 — 3azt* — as7°] sin apy, - (68)
Similarly the matched condition for auto-term 2 is given by:

4b4T = £ hopty»
3b3T — 6byT? = —fozcotaoptz, (69)

where agpt, and A are optimum « and optimum A corresponding to second auto-term.
The location of the impulse for auto-term 2 in GFAF domain is given by:

oeak, = [2b27 — 3372 — baT>] sin clopy, - (70)

Now looking at cross-term 1, we have

o
ARG, (5 )= [ 10l explim((as = boyr* + (@ = by + dbat — A f)F°

—0oQ0
+ (ay — by + 3tb3 — 6byt® 4 ficota)t® + (a; — by — 3b3r?
+ 4byT> 4 2byT — 2 feoseca)r)]dr. (71)
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From Eq. (71), we see that when a4 # b4, the amplitude of the cross-terms will be
lesser than the impulse generated by the auto-terms. This is because no impulse can
be produced by the cross-terms when a4 7# bs. However, when a4 = b4, cross-terms
can produce impulse and give false information regarding auto-terms.

Now consider the case of a4 = b4. The matched condition for the above cross-term
1 to be an impulse is

az — by = f3r — 4byt,
a) — by = —fozcota — 3b37 + 6byT?, (72)

with the peak produced in GFAF domain at
2f = [ay — by — 3b3t% + 4bst> + 2by7]sina. (73)

T varies from [—7', T']. Using matched condition given in Egs. (69) and (67), we get
the range of a3 — b3 and ar — b; as

—8b4T < a3 — by < 8b4T,
min(6b3T, 3(a3 + b3)T) — 12b4T? < ay — by < max(—6b3T, —3(az + b3)T)
+12b4T>. (74)

The same analysis can be performed for cross-term 2 as well. We then get

by —az = fék—4a4r,

by —ay = — ficota — 3a3T + 6ast>. (75)
with the peak produced in GFAF domain at
2f =[by —a; — 3a31:2 + 4a4r3 + 2as7] sin . (76)

T varies from [T, T']. Using matched condition given in Egs. (69) and (67), we get
the range of a3 — b3 and ay — b; as

—8a4T < a3 — bz < 8a4T,
min(6a3T, 3(az + b3)T) — 12a4T* < ar — by < max(—6a3T, —3(a3 + b3)T)
+ 12a4T>. (77)

We can reduce our search range by roughly estimating a$™, a$™, a$¥, and a§™ using
STFT or PFT. Therefore, using conditions for both cross-term 1 and cross-term 2 to
not produce impulse, we need either of the following conditions:
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a4 # by,
|b3 — az| > max(8a§™'T, 8b5™T),

by — az| > max(| — 6a$T + 12a§ T2, | — 66T + 1265 T2)).  (78)

Hence, if the rough estimations through STFT or PFT are fairly accurate, then the only
possibility of cross-terms producing impulse is, if a4, az, and a; are sufficiently close
to b4, b3, and by, respectively.

5.3 Simulation for Parameter Estimation Using GFAF

To demonstrate the effectiveness of ck-GFAF, amplitude-modulated cubic chirp x(t) is
considered, which is a sum of two amplitude-modulated cubic chirps x(¢) and x(¢)
given by:

x1(t) = exp[in(alt + azt2 + a3t3 + a4t4)] — 1 <1t <1 (in seconds),
xa2(t) = exp[in(blt + bot* + b3t + b4t4)] — 1<t <1 (inseconds), (79)
x(1) = 27008 11 (1) + 1.5e700% L %, (1), (80)

Simulations have been done to estimate the parameters of a fourth order chirp using
GFAF. The GFAF technique has proven to be successful in estimating chirp parameters
from signals containing multiple chirps. Here a4, a3, a> and a; are cubic rate, quadratic
rate, chirp rate, and Doppler frequency of the first component of multicomponent
cubic chirp. Similarly b4, b3, by and b; are cubic rate, quadratic rate, chirp rate, and
Doppler frequency of second component of multicomponent cubic chirp. In the case
of multicomponent signals, a good separation of various components present in the
signal in the GFAF domain is required for effective parameter estimation.

Short time Fourier transform is used to find a rough estimation of parameters of the
multicomponent signal. STFT cannot provide excellent parameter estimation due to the
dispersive nature of cubic chirp in the Fourier domain. Parameters estimation of a mul-
ticomponent signal is obtained by fine search or focusing near to optimum parameter
of individual component in a multicomponent chirp signal. Generally, the cross-terms
have a different optimum angle as compared to the optimum angle of auto-terms, so it
cannot give impulse at GFAF optimum angle « and optimum A. So the effect of cross-
terms can be reduced in the GFAF domain. Conditions to avoid cross-terms are given
in the previous subsection. Under such cross-terms avoiding condition, Parameter esti-
mation of two closely spaced multicomponent cubic frequency-modulated signals is
presented in Table 2. Furthermore, the signal x1(¢) given by Eq. (79) is considered to
analyze the effect of amplitude modulation in parameter estimation in the presence of
noise. It is observed that parameter estimation fails an SNR of -5 dB.
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Table 2 Parameter estimation of an amplitude-modulated chirp having multiple components

Parameter Values Chirp parameters

aj an asz ag by by b3 by
Actual 5 5 5 1 5 5 5 2
Estimated 5 4.88 5.13 1.07 5 5.002 5.086 2.07

6 SNR Gain and Mean Error Analysis of ck-GFAF
6.1 GFAF SNR Gain Analysis

Consider a cubic chirp signal x(¢) = A-explim (a1t + art? + a3’ +aat®)]. The GFAF
of the signal x(¢) is defined as:

AFG, (T ) = / X(t +T/2)x*(t — 1/2) Ko (L, f)dt

—00
o
= |A|2 /1 — icota / exp[in((4a4t — f03)\)[3 + (Bazt + fozcotoz)t2
—0o0

+ Qart + ast — 2 fcoseca)t + tgfzcotoz + )\(tof)3

a3r3
tart+ = - )]dt. 81

The approximate analytical expression for the GFAF magnitude spectrum of a sig-
nal x(¢) denoted by |AFfm (T ) |2, using the stationary phase approximation for

unmatched cubic phase condition, where |2a>t + ast3 — 2 fcosec(a)| >> 0is

|A \4coseca

‘AFJ?(I),a,A(t’ f)} ~2.

\/<3a3r + fozcotoz)2 -6 <4a4t - fg}\) (agr + # - fcoseca)

2 3
ﬂ\/<3a3r + fozcotoz) -6 (4a4r - fgk) (apt + a42t — fcoseca)

CcOS 3
27 (4a4r - fgx)

3 2
‘ [12 (4a4r - fgx) (@t + % — feoseca) — 2 <3a3r T fozcotcx) } - Z) .

At GFAF-matched condition, (4a4t = fo3k and 3a3t = — fozcotoz) we get an impulse
at f = aptsina+ “4;3 sin a witharea |A|?|| Ay |, where | Ay | is the amplitude of GTFT
kernel.

SNR gain analysis at GFAF-matched condition has been derived as follows, con-
sidering input signal x (¢) corrupted by additive white Gaussian noise n(¢) of variance
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onz. SNR of the output signal y(t) = x(¢) + n(t) is given by [3,21,46,55]

|AFS,) o1 (T I

SNRGFAF —
var [|AFS,,  (z. D]

(82)

where |AFY (z, f)|1is peak modulus of GFAF of the signal x (¢), var represents the
x(t),a,A

variance operator, and var [|AF§;U) wi (T ) |] is variance of the peak of the modulus
of GFAF of received signal y(¢). It can be expressed as

var [IAFS, @, )I] = UAFW)(”(T’ f)ﬂ E2 HAFM“(T, f)H. (83)

Since the signal and noise are uncorrelated and noise is having zero mean,

B[R aate. ]

+0o

[ 3 I3 -5

Kus(t, f)dr.
B [|ARG @ D[] = 1APIAGIT? + 02140 IT, (84)

where T is the time duration of x ().

Similarly,
400
[)AF)(I)aA(Ta f)'2:| //E 1+ >+n<t1 +§)]

[ (0 =3) +n (0= 3)]
¢ (2 3) 0 (4 5) [ (2= 3) +0 (2= 3)])

Ko .(t1, Ky 5 (12, f)dedey.

2
E [‘AFyG(t)’aﬁx(r, f)‘ } = 4,2 [|A|4T4 +27%* +4T3|A|Za,$] (85
Hence, variance is given by

var|AFS ) 5 (1. /)l = |Aql? [a,f'T2 + 2T3|A|2a,$] ) (86)

Birkhauser



Circuits, Systems, and Signal Processing

Therefore, GFAF SNR and SNR gain are given by

SNROFAF _ |Aa?|AI*T* _ T?SNR} &
|Aa|? [04T2 +2T3|AP02]  2TSNR;+ 1’
SNREFAF T
TSNR, 2 (88)
SNR, 2

where SNR; is input SNR, defined as A2/ an. In discrete case, SNR gain is given by

SNRGFAF, discrete N

— s~ D, (89)
SNR;¢ K

where D is a constant, K is the number of components, and N is the number of samples
during signal pulse time 7.

6.1.1 SNR Gain Simulation

Consider a signal for SNR gain and mean error under different SNR conditions (Monte
Carlo simulation) as
s(t) = x1(1) + x2(1) + n(1), 90

where n(t) is an additive white Gaussian noise (AWGN), x(¢) and x;(¢) are fourth-
order chirp signals defined by

x1(t) =exp (irr(4t4 +483 + 507 + 4t)) , —1 <t < 1 (in seconds),

x2(t) = exp (in(20t4 + 158 4+ 101> + 5;)) , —1<1t<1(inseconds), (91)

Monte Carlo simulations for 200 noise realizations have been performed to compare
the SNR gain of GFAF and time domain-matched filtering for individual cubic chirp
components x () and x;(¢). The search range for the quadratic rate of the kernel (1)
is considered to be (-13.4 : 0.001 : -13.42) and (19.99 : 0.001 : 20.01) for first and
second component, respectively. Similarly, the search range of GTFT optimum angle
(a) is considered (0.7991 : 0.001 : 0.8291) and (-0.99 : 0.001 : -1) for first and second
component respectively.

As shown in Fig. 3, time domain-matched filtering gives the highest SNR in case
of additive white Gaussian noise (AWGN), and it is equivalent to N1, where Nj is
the product of the bandwidth and the pulse width. GFAF is observed to have a lesser
SNR gain compared to that of time domain-matched filtering but performs better than
FrFT-based AF and classical AF.

6.2 Mean Square Error Analysis Simulation

Monte Carlo simulations for 200 noise realizations has been performed to compare
mean square errors in estimating cubic chirp parameters using GFAF of individual
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Fig. 3 Monte Carlo Simulation to estimate the performance of GFAF in SNR gain
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Fig.4 Monte Carlo simulation to estimate the performance of GFAF in parameter estimation

quadratic chirp components x| (¢) and x; (#) as mentioned in Eq. (91). The search range
of quadratic rate and GTFT optimum angle are considered similar to the search range
for SNR gain analysis for first and second components. Figure 4a shows the MSE in the
estimation of first component x(¢) parameters in the presence of second component
x2(¢) and AWGN noise n(t). Similarly Fig. 4b shows the MSE in the estimation of
second component x» (¢) parameters in presence of first component x (r) and AWGN
noise n(t). Finally, as shown in Fig. 4 as SNR increases, GFAF does better at parameter
estimation and has lesser MSE in the estimations.

GFAF-based parameter estimation is a nonlinear transform and produces cross-
terms during multicomponent chirp signals. So it will not work satisfactorily at low
SNR condition in case of multicomponent chirp signals. Furthermore, reduction in
cross-terms can be explored by using the product of different lag GFAF or product-
GFAF during multicomponent polynomial phase signal analysis. Some smoothing
filter can be explored to remove cross-terms of GFAF for multicomponent weak or
low SNR signals detection.

Birkhauser



Circuits, Systems, and Signal Processing

o
kA
w
[72]
=
100 : : : : -80 : : : :
-10 0 10 20 30 40 -10 0 10 20 30 40
Input SNR (dB) Input SNR (dB)
(a) MSE in a3 parameter estimation (b)MSE in a4 parameter estimation

Fig.5 Comparison of MSE in parameter estimation with different transforms

6.3 Comparison of MSE in Parameter Estimation with Different Transforms

The GFAF method is compared with different estimators such as HAF and Cramer—
Rao lower bound (CRLB) [4,38]. Here, we consider a chirp signal x(¢) given by

x(1) = exp (m(zof‘ 158 4+ 102 + 5;)) ,—1<1<1(nseconds).  (92)

Monte Carlo simulations have been performed for 100 iterations to obtain the MSE in
the estimation of the parameters a3 and a4 in case of a single component chirp signal.
The results are as shown in Fig. 5. Each phase differentiation or correlation increases
the SNR threshold by approximately 6 dB [4]. GFAF performs only one de-chirping or
phase differentiation for estimating the fourth-order phase coefficient a4. In contrast,
HAF performs multiple de-chirping to estimate the fourth-order phase coefficient. As
shown in Fig. 5, HAF follows CRLB after 12 dB input SNR, whereas GFAF follows
CRLB at approximately 6 dB input SNR. So HAF has a higher SNR threshold then
GFAF for estimating chirp parameters. As shown in Fig. 5b, GFAF performs better
than HAF transform for estimating the higher order phase coefficient a4.

Error propagation is happening due to the correlation operation. GFAF uses lesser
correlation operation as compared to HAF for estimating cubic chirp. As shown in
Fig. 5a, error propagation in GFAF from higher- to lower-order phase coefficient a3
is very less as compared to HAF, due to a single de-chirping operation. Also, GFAF
performs better than HAF transform for estimating the lower-order phase coefficient
asz. As opposite to HAF, GFAF estimates more parameters of cubic chirp at once.
Hence, error propagation is less in GFAF as compared to HAF. As shown in both the
diagrams in Fig. 5, at higher SNR, the GFAF-estimated parameters follow CRLB-
estimated parameters.

A combination of correlation and higher-order GTFT kernel in GFAF can be used
to analyze any frequency-modulated chirp. As the number of correlations increases,
the SNR threshold increases, and as the order of GTFT kernel increases, computa-
tional complexity increases. Thus, GFAF gives the flexibility to choose the number
of correlations and order of GTFT kernel based on SNR threshold and computational
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complexity requirement for analyzing any higher-order chirp signals. These properties
make GFAF superior to other transforms.

In the case of higher-order chirp signals with low SNR and very high phase order,
GFAF needs to use multiple correlators to reduce computational complexity during
parameter estimation. Each correlation increases the SNR threshold by approximately
6 dB and also increases cross-terms. In such a condition, GFAF cannot estimate the
parameter of low-SNR, higher-order chirp signals.

6.4 Error Propagation Analysis

This section presents error propagation analysis for estimating single component cubic
chirp parameter using GFAF. Cubic chirp is considered as defined in Sect. 5.2.1.

Consider aopt, Aopt> Topt and fope be the optimum values obtained at matched con-
dition. Let da, A and § f be estimation errors in calculating cop, Aope and fopt,
respectively. We find error in a4, a3, az and ay, i.e., das, a3, dar and da; in terms
of 8o, 5A and § f. For simplicity of analysis, we assume that the estimation error in
calculating Top is negligible. Thus, T = Top. For readability, we denote Aopt, Copt, fopt
by A, «, f, respectively.

Similar to the method in [28], o, 5A and § f are considered uncorrelated Gaussian
random variables N (0, 00%), N (0, af) and N (0, aj%), respectively. Also let E[§a-5A] =

g, Elda-8f1 =07 and E[8% -6 f] =0} .

a,
From the matched conditions in Eqs. (62—-64), we can calculate the error variance

in a4, a3, az and aj. Using the cubic matched condition in Eq. (62), we get:

S
W=y
3.8
Say = f04t , (93)
f6' 2
var(8ay) = ("41)2* (94)

Substituting the value of a4 from Eq. (62) in quadratic matched condition of Eq. (63),
we obtain:

2 3
fyeota  fI A

a3z = —3—1_ + ) ) (95)
Sz = 138 n f2cosec’a - 80:’ 96)
3t
f06 . g)% f4COSCC4Ol .02 foscosecza . a(f 5
) = 9 o = 97
var(8asz) 7 G372 + e 7

Substituting the value of a4 from Eq. (62) and a3 from Eq. (63) in the linear matched
condition of Eq. (64), we get:-
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fcoseca fozcotoc f(f’kt

ar = . > + 1 98)
Say = fcoseca - coter - Sat N F2cosec?a - 8ot . e 8
T 2 4
coseco - § f
var(8ay) = f2cosec?a - cot? - 05 f:cosec4a ) 03 f06‘L'2 ) G)?
i 4 16
2
N cosec’a o7 N ff2cosecia - cota - 02 [ffjcoseca - cota - o
72 . 5
2 feosec?a - cota - aj’f fostcosecza 'Go%,x fOZCOSCC3a . Uif
+ = - :
3 2
f;coseca - o
! Off (100)

To get a;, we multiply the original signal with the conjugate of the estimated signal
as mentioned in 5.2.1. Taking the Fourier transform of the received signal, let f’ be
the frequency corresponding to the maxima. Then a; = 2 f” when estimation error in
as, a3 and a4 are neglected.

Let §a; correspond to the error in aj.

ar —2f =éay, (101)
T
f = argmaxf|: / exp[in(8a4t4 + 8a3t3 + 8a212 + (a1 — 2f)t)]dt],
—-T
(102)

where argmax; denotes the maximum of the argument over all f. Since the powers
of estimation error in the parameters will be very small for the high SNR regime, i.e.,

8a4T4+8a3 T34+8a, T?+ (a1—2f)T <« 1,weusethe approximatione® ~ 14+x+ ’“72

T
f' A~ argmax f[ / (1 + in[8ast* + Sazt® + Sasrt® + (ay — 2.f)1]
-T

i (Saat® + Sazr’ + Sant? —2H)0)?
+[l7T( ast* + 8az +2a2 + (a1 = 2)1)] )dt], (103)

T —2f) | 2T%ay(a@ — 2f))}

(104)

I K
f argmaxf|: + ( 3 5
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where

N limr (Sast* + Sast® + 8a2t2)]2)dr.

T
K = / (1 +im(Sast* + Sazt’ + Sart?) 5
-T

(105)
Thus, K is independent of f. To maximize above expression, optimal f = f” is found

at the critical point. On differentiating Eq. (104) with respect to f and equating the
result to 0, we obtain:

1 372 - Sas
= —|aq - ——, 106
f 3 |:a1 5 } (106)

Further, using Eq. (101), we get:
372 . Saz

Sa; = — (107)

97* - var(8
var(a;) = % (108)

Writing T = f; N, wenote that the relation between var(da1) and var(8a3) is consistent
with the CRLB bounds for fourth-order chirp [32].

Thus, from Eq. (108), the estimation error in ay, i.e., da; is majorly dependent on
the estimation error in as, i.e., daz. It will also depend on estimation errors in §ap
and Say (if we consider higher-order terms in the series expansion of e*). However,
the propagation of error in da; by dar and §as will be much smaller than the error
propagation by da3. Note that this result will also hold if estimation error in Top is
considered.

At higher values of SNR, the x? term can also be neglected and thus the error in a;
becomes almost negligible. This can be observed in Fig. 4 at higher values of SNR.

7 Real Multicomponent Bat Echolocation Signal Analysis

The real echolocation signal of a large brown bat is considered to estimate its param-
eters. It is a multicomponent chirp signal with a sampling frequency of 142, 000 Hz
with 400 samples. TFDs of adaptive fractional spectrogram (AFS) are demonstrated
in Fig. 6a for better illustration of the four components of bat signal. Figure 6b, d rep-
resent 3D plot and shift-amplitude distribution of GFAF for bat signal, respectively.
As shown in Fig. 6¢, four impulse or peaks are visible in the frequency-amplitude
distribution of the GFAF plot corresponding to the four components of the bat signal.
As mentioned in [6], this signal contains four components at different time-intervals,
whose parameters are reported in Tables 3 and 4. The parameters of this signal are
estimated by focusing on four components of a multicomponent bat signal using the
algorithm mentioned in Sect. 5.2.1. As shown in Table 3, the signal is considered to
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Fig.6 Spectrogram view of real bat echolocation signal using different TFDs. a AFS, b 3D plot of GFAF,
¢ frequency- amplitude distribution of GFAF, d shift-amplitude distribution of GFAF

Table 3 Parameter estimation of a bat echolocation signal having multiple components of 3rd order

Signal Sample range Estimated parameters

as a aj
Ist component 1:150 9.9467 x 10° —3.5058 x 107 8.7093 x 10%
2nd component 121:280 25174 x 10° —1.8906 x 107 9.7625 x 10*
3rd component 226:385 —8.7099 x 10° —5.6132 x 100 7.2775 x 10*
4th component 141:280 4.1639 x 10° —2.0173 x 107 9.3314 x 10%

be a chirp of third order, and FrFT-based AF is applied to estimate its parameters. As
shown in Table 4, the signal is considered to be a chirp of fourth order, and ck-GFAF
is applied to estimate its parameters up to fourth order. For both cases, the estimated
parameters for different components until third order are found to be similar.

8 Sigmoid-Based GFAF

Similar to fractional Fourier transform-based AF [18], we propose sigmoid-based
GFAF and GWVD for the algorithm to work under non-Gaussian noise. These
sigmoid-based transforms do not require any prior knowledge of impulse noise and
have been shown to be capable of reducing impulse noise in parameter estimation in
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Table 4 Parameter estimation of a bat echolocation signal having multiple components of 4th order

Signal Sample range  Estimated parameters

ag as an ai
Ist component  1:150 —5.0493 x 1010 1.1832 x 10!0 —3.8411 x 107 8.8987 x 10%
2nd component  121:280 8.9772 x 1010 27342 x 109  —1.9232 x 107  9.7625 x 10*
3rd component ~ 226:385 6.3435 x 1012 —1.3906 x 10!0  —5.7777 x 10°  7.2775 x 10*
4th component  141:280 —3.7566 x 101! 4427 x10° —2.0173 x 107 9.3314 x 10*

fractional Fourier transform, and fractional Fourier transform-based ambiguity func-
tion [18,19].
For a given signal x(r) with finite L? norm:

— The proposed sigmoid-based GFAF, AF® , (T, f) is defined as

x(1),a,

o0
AF)‘E([)MA(I, )= / sigmoid[x (7 + t/2)]sigmoid[x*(r — 7/2)1Ky.5.(¢, f)dt.
—0Q
(109)
— The proposed sigmoid-based GFWVD, WD F xS(z), w(ts f) s defined as
o
WDFXS(I)’O[,A(L f)= / sigmoid[x (r+1t/2)]sigmoid[x*(t —7/2)] Ky (T, f)dT,
—00
(110)

where sigmoid[x(¢)] = m — 1. However, this paper is limited to GFAF for
Gaussian noise, and the extensive study of these transforms under non-Gaussian noise
conditions can be considered in the future.

9 Conclusion

A new kind of AF- and WDF-based on GTFT to estimate the parameter of higher-order
chirp signals, and to analyze higher-order radar waveforms is proposed. GFAF can be
used to analyze various waveform properties of higher-order chirp signals for its suit-
ability as a radar waveform. GFAF and GFWVD can be used to estimate a large variety
of multicomponent higher-order chirp signals by choosing the appropriate %(-) func-
tion in GTFT kernel. GFAF follows the property of index additivity of angle (similar
to FrFT); hence, GFAF is computationally efficient. The computational complexity of
GFAF is lesser than generalized CPF, maximum likelihood, and QML estimator for
estimating higher-order chirp parameters. GFAF is computationally efficient as com-
pared to the GTFT for estimating the same higher-order chirp. However, as the chirp
order increases, the computational complexity for parameter estimation using GFAF
increases. In such cases, a combination of correlation and higher-order GTFT kernel
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in GFAF can be used to analyze any higher-order chirp with reasonable computational
complexity. SNR gain of ck-GFAF for multicomponent cubic frequency-modulated
signal is less than time domain-matched filter but is more than that of FrFT-based
AF and classical AF. At higher SNR, GFAF-estimated parameters follow CRLB-
estimated parameters. GFAF can provide better SNR threshold as compared to HAF,
and other multi-lag phase differentiation transforms due to the use of a single de-
chirping operation. Ck-GFAF is capable of estimating fourth-order parameters of all
the four components of the real multicomponent bat signal, and it is comparable with
estimated parameters of FrFT-based AF. Parameter estimation and waveform analysis
of chirp signal using GFAF and GFWVD can be used in applications such as radar,
sonar, and biomedical signal processing.

In the future, GFAF applications on SAR ground moving target detection and imag-
ing will be explored further and compared with different techniques. The possibility of
using GFAF for analyzing properties of different waveforms such as hyperbolic chirp,
sinusoidal frequency-modulated waveform, etc., can be explored. Product GFAF with
different lags can be explored to reduce the effect of cross-terms during multicom-
ponent signal analysis. The possibility of using a smoothing filter can be explored to
remove cross-terms of GFAF during multicomponent analysis. Sigmoid-based GFAF
and GWVD can be used for parameter estimation of higher-order chirps under non-
Gaussian noise conditions.
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